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Proceedings Addison Wesley Longman

This authoritative book, highly regarded for its intellectual quality
and contributions provides a solid foundation and life-long
reference for anyone studying the most important methods of
modern signal and system analysis. The major changes of the
revision are reorganization of chapter material and the addition of

amuch wider range of difficulties.

DI G TAL SI GNAL PROCESSI NG PRI NCI PLES

ALGORI THVS AND APPLI CATI ONS John Wley & Sons
Spectral analysis requires subjective decisions
whi ch influence the final estinmate and nean

Page 1/6

that different anal ysts can obtain different
results fromthe sane stationary stochastic
observations. Statistical signal processing can
overcone this difficulty, producing a unique
solution for any set of observations but that
only acceptable if it is close to the best
attai nabl e accuracy for nost types of stationary
data. This book describes a nmethod which fulfils
t he above near-optimal-solution criterion,

t aki ng advant age of greater conputing power and
robust algorithnms to produce enough candi date
nodel s to be sure of providing a suitable

candi date for given data.

Digital Signal Processing with Field Programmable Gate Arrays
Elsevier

Features inexpensive ARMO Cortex[d -M4 microcontroller
development systems available from Texas Instruments and
STMicroelectronics. This book presents a hands-on approach
to teaching Digital Signal Processing (DSP) with real-time
examples using the ARMO Cortex[] -M4 32-bit
microprocessor. Real-time examples using analog input and
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output signals are provided, giving visible (using an
oscilloscope) and audible (using a speaker or headphones)
results. Signal generators and/or audio sources, e.g. iPods, can
be used to provide experimental input signals. The text also
covers the fundamental concepts of digital signal processing
such as analog-to-digital and digital-to-analog conversion, FIR
and IIR filtering, Fourier transforms, and adaptive filtering.
Digital Signal Processing Using the ARMO Cortex[] -M4: Uses
a large number of simple example programs illustrating DSP
concepts in real-time, in an electrical engineering laboratory
setting Includes examples for both STM32F407 Discovery and
the TM4C123 Launchpad, using Keil MDK-ARM, on a
companion website Example programs for the TM4C123
Launchpad using Code Composer Studio version 6 available on
companion website Digital Signal Processing Using the ARMO
Cortex[] -M4 serves as a teaching aid for university professors
wishing to teach DSP using laboratory experiments, and for
students or engineers wishing to study DSP using the
inexpensive ARMCO Cortex[] -M4.

A Digital Signal Processing Laboratory Using the TMS320C25
McGraw-Hill Publishing Company

This textbook introduces readers to digital signal processing
fundamentals using Arm Cortex-M based microcontrollers as
demonstrator platforms. It covers foundational concepts,
principles and techniques such as signals and systems, sampling,
reconstruction and anti-aliasing, FIR and IIR filter design,

transforms, and adaptive signal processing.
Digital Signal Processing Using MATLAB Academic Press

This hands-on, laboratory driven textbook helps readers understand
principles of digital signal processing (DSP) and basics of software-

(SDN) and software-defined radio (SDR). In the book only the most
important concepts are presented. Each book chapter is an
introduction to computer laboratory and is accompanied by
complete laboratory exercises and ready-to-go Matlab programs with
figures and comments (available at the book webpage and running
also in GNU Octave 5.2 with free software packages), showing all or
most details of relevant algorithms. Students are tasked to understand
programs, modify them, and apply presented concepts to recorded
real RF signal or simulated received signals, with modelled
transmission condition and hardware imperfections. Teaching is
done by showing examples and their modifications to different real-
world telecommunication-like applications. The book consists of
three parts: introduction to DSP (spectral analysis and digital
filtering), introduction to DSP advanced topics (multi-rate, adaptive,
model-based and multimedia - speech, audio, video - signal analysis
and processing) and introduction to software-defined modern
telecommunication systems (SDR technology, analog and digital
modulations, single- and multi-carrier systems, channel estimation
and correction as well as synchronization issues). Many real signals
are processed in the book, in the first part — mainly speech and
audio, while in the second part — mainly RF recordings taken from
RTL-SDR USB stick and ADALM-PLUTO module, for example
captured IQ data of VOR avionics signal, classical FM radio with
RDS, digital DAB/DAB+ radio and 4G-LTE digital telephony.
Additionally, modelling and simulation of some transmission
scenarios are tested in software in the book, in particular TETRA,
ADSL and 5G signals. Provides an introduction to digital signal

based digital communication, particularly software-defined networks Processing and software-based digital communication; Presents a
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transition from digital signal processing to software-defined
telecommunication; Features a suite of pedagogical materials
including a laboratory test-bed and computer

exercises/experiments.

Discrete-Time Signal Processing John Wiley & Sons

Master the basic concepts and methodologies of digital signal processing with
this systematic introduction, without the need for an extensive mathematical
background. The authors lead the reader through the fundamental mathematical
principles underlying the operation of key signal processing techniques,
providing simple arguments and cases rather than detailed general proofs.
Coverage of practical implementation, discussion of the limitations of particular
methods and plentiful MATLAB illustrations allow readers to better connect
theory and practice. A focus on algorithms that are of theoretical importance or
useful in real-world applications ensures that students cover material relevant to
engineering practice, and equips students and practitioners alike with the basic
principles necessary to apply DSP techniques to a variety of applications.
Chapters include worked examples, problems and computer experiments,
helping students to absorb the material they have just read. Lecture slides for all
figures and solutions to the numerous problems are available to instructors.
Digital Signal Processing Using Arm Cortex-M Based Microcontrollers
"O'Reilly Media, Inc."

DIGITAL SIGNAL PROCESSING LABORATORY USING MATLAB is
intended for a computer-based DSP laboratory course that supplements a
lecture course on Digital Signal Processing. The book can be used either as
a stand-alone text or in conjunction with Mitra's Digital Signal Processing:
A Computer-Based Approach. The book includes 11 laboratory exercises,
with each exercise containing a number of projects to be carried out on a
computer. The book assumes that the reader has no background in
MATLAB and teaches the reader, through tested programs in the first half
of the book, the basics of this powerful language in solving important
problems in signal processing. In the second half of the book, the student
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Is asked to write the necessary MATLAB programs to carry out the
projects.

Advanced Signal Processing and Digital Noise Reduction Pearson
Educacio n

Digital Signal Processing, Second Edition enables electrical engineers and
technicians in the fields of biomedical, computer, and electronics
engineering to master the essential fundamentals of DSP principles and
practice. Many instructive worked examples are used to illustrate the
material, and the use of mathematics is minimized for easier grasp of
concepts. As such, this title is also useful to undergraduates in electrical
engineering, and as a reference for science students and practicing
engineers. The book goes beyond DSP theory, to show implementation of
algorithms in hardware and software. Additional topics covered include
adaptive filtering with noise reduction and echo cancellations, speech
compression, signal sampling, digital filter realizations, filter design,
multimedia applications, over-sampling, etc. More advanced topics are
also covered, such as adaptive filters, speech compression such as PCM, u-
law, ADPCM, and multi-rate DSP and over-sampling ADC. New to this
edition: MATLAB projects dealing with practical applications added
throughout the book New chapter (chapter 13) covering sub-band coding
and wavelet transforms, methods that have become popular in the DSP
field New applications included in many chapters, including applications
of DFT to seismic signals, electrocardiography data, and vibration signals
All real-time C programs revised for the TMS320C6713 DSK Covers DSP
principles with emphasis on communications and control applications
Chapter objectives, worked examples, and end-of-chapter exercises aid
the reader in grasping key concepts and solving related problems Website
with MATLAB programs for simulation and C programs for real-time
DSP

DSP Applications Using C and the TMS320C6x DSK Jones & Bartlett
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Publishers

Noise cancellation is particularly important in the new mobile
communications field, with respect to background noise and acoustic
interference in moving vehicles. This comprehensive text develops a
coherent and structured presentation of a broad range of the theory and
application of statistical signal processing, with emphasis on digital noise
reduction algorithms. Other applications covered are spectral estimation,
channel equalisation, speech coding over noisy channels, speech
recognition in adverse environments, active noise control, echo
cancellation, restoration of lost filters, and adaptive notch filters.

Digital Signal Processing John Wiley & Sons

The book consists of 21 chapters which present interesting
applications implemented using the LabVIEW environment,
belonging to several distinct fields such as engineering, fault
diagnosis, medicine, remote access laboratory, internet
communications, chemistry, physics, etc. The virtual instruments
designed and implemented in LabVIEW provide the advantages of
being more intuitive, of reducing the implementation time and of
being portable. The audience for this book includes PhD students,
researchers, engineers and professionals who are interested in finding
out new tools developed using LabVIEW. Some chapters present
interesting ideas and very detailed solutions which offer the
immediate possibility of making fast innovations and of generating
better products for the market. The effort made by all the scientists
who contributed to editing this book was significant and as a result

new and viable applications were presented.

Proceedings of the IEEE International Symposium on Industrial Electronics
Academic Press

The only book to offer special coverage of the fundamentals of multicore DSP
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for implementation on the TMS320C66xx SoC This unique book provides
readers with an understanding of the TMS320C66xx SoC as well as its
constraints. It offers critical analysis of each element, which not only broadens
their knowledge of the subject, but aids them in gaining a better understanding of
how these elements work so well together. Written by Texas Instruments’  First
DSP Educator Award winner, Naim Dahnoun, the book teaches readers how to
use the development tools, take advantage of the maximum performance and
functionality of this processor and have an understanding of the rich content
which spans from architecture, development tools and programming models,
such as OpenCL and OpenMP, to debugging tools. It also covers various
multicore audio and image applications in detail. Additionally, this one-of-a-
kind book is supplemented with: A rich set of tested laboratory exercises and
solutions Audio and Image processing applications source code for the Code
Composer Studio (integrated development environment from Texas
Instruments) Multiple tables and illustrations With no other book on the market
offering any coverage at all on the subject and its rich content with twenty
chapters, Multicore DSP: From Algorithms to Real-time Implementation on the
TMS320C66x SoC is a rare and much-needed source of information for
undergraduates and postgraduates in the field that allows them to make real-time
applications work in a relatively short period of time. It is also incredibly
beneficial to hardware and software engineers involved in programming real-
time embedded systems.

1999 IEEE International Conference on Acoustics, Speech, and Signal
Processing Pearson

The availability of the RTL-SDR device for less than $20 brings software defined
radio (SDR) to the home and work desktops of EE students, professional
engineers and the maker community. The RTL-SDR can be used to acquire and
sample RF (radio frequency) signals transmitted in the frequency range 25MHz
to 1.75GHz, and the MATLAB and Simulink environment can be used to
develop receivers using first principles DSP (digital signal processing)
algorithms. Signals that the RTL-SDR hardware can receive include: FM radio,
UHF band signals, ISM signals, GSM, 3G and LTE mobile radio, GPS and
satellite signals, and any that the reader can (legally) transmit of course! In this
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book we introduce readers to SDR methods by viewing and analysing
downconverted RF signals in the time and frequency domains, and then provide
extensive DSP enabled SDR design exercises which the reader can learn from.
The hands-on SDR design examples begin with simple AM and FM receivers,
and move on to the more challenging aspects of PHY layer DSP, where receive
filter chains, real-time channelisers, and advanced concepts such as carrier
synchronisers, digital PLL designs and QPSK timing and phase synchronisers are
implemented. In the book we will also show how the RTL-SDR can be used with
SDR transmitters to develop complete communication systems, capable of
transmitting payloads such as simple text strings, images and audio across the lab
desktop.

DSP First John Wiley & Sons

Quickly Engages in Applying Algorithmic Techniques to Solve Practical
Signal Processing Problems With its active, hands-on learning approach,
this text enables readers to master the underlying principles of digital
signal processing and its many applications in industries such as digital
television, mobile and broadband communications, and medical/scientific
devices. Carefully developed MATLABL examples throughout the text
illustrate the mathematical concepts and use of digital signal processing
algorithms. Readers will develop a deeper understanding of how to apply
the algorithms by manipulating the codes in the examples to see their
effect. Moreover, plenty of exercises help to put knowledge into practice
solving real-world signal processing challenges. Following an introductory
chapter, the text explores: Sampled signals and digital processing Random
signals Representing signals and systems Temporal and spatial signal
processing Frequency analysis of signals Discrete-time filters and recursive
filters Each chapter begins with chapter objectives and an introduction. A
summary at the end of each chapter ensures that one has mastered all the
key concepts and techniques before progressing in the text. Lastly,
appendices listing selected web resources, research papers, and related
textbooks enable the investigation of individual topics in greater depth.
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Upon completion of this text, readers will understand how to apply key
algorithmic techniques to address practical signal processing problems as
well as develop their own signal processing algorithms. Moreover, the text
provides a solid foundation for evaluating and applying new digital
processing signal techniques as they are developed.

Multicore DSP Pearson Education India

The book will help assist a reader in the development of techniques for analysis
of biomedical signals and computer aided diagnoses with a pedagogical
examination of basic and advanced topics accompanied by over 350 figures and
illustrations. Wide range of filtering techniques presented to address various
applications 800 mathematical expressions and equations Practical questions,
problems and laboratory exercises Includes fractals and chaos theory with
biomedical applications

Digital Signal Processing Arm Education Media

For introductory courses (freshman and sophomore courses) in
Digital Signal Processing and Signals and Systems. Text may be used
before the student has taken a course in circuits. DSP First and it's
accompanying digital assets are the result of more than 20 years of
work that originated from, and was guided by, the premise that signal
processing is the best starting point for the study of electrical and
computer engineering. The "DSP First" approach introduces the use
of mathematics as the language for thinking about engineering
problems, lays the groundwork for subsequent courses, and gives
students hands-on experiences with MATLAB. The Second Edition
features three new chapters on the Fourier Series, Discrete-Time
Fourier Transform, and the The Discrete Fourier Transform as well
as updated labs, visual demos, an update to the existing chapters, and
hundreds of new homework problems and solutions.

Signals & Systems Springer Science & Business Media
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If you understand basic mathematics and know how to program with
Python, you’ re ready to dive into signal processing. While most
resources start with theory to teach this complex subject, this practical
book introduces techniques by showing you how they’ re applied in the
real world. In the first chapter alone, you’ |l be able to decompose a
sound into its harmonics, modify the harmonics, and generate new
sounds. Author Allen Downey explains techniques such as spectral
decomposition, filtering, convolution, and the Fast Fourier Transform.
This book also provides exercises and code examples to help you
understand the material. You’ Il explore: Periodic signals and their
spectrums Harmonic structure of simple waveforms Chirps and other
sounds whose spectrum changes over time Noise signals and natural
sources of noise The autocorrelation function for estimating pitch The
discrete cosine transform (DCT) for compression The Fast Fourier
Transform for spectral analysis Relating operations in time to filters in the
frequency domain Linear time-invariant (LT1) system theory Amplitude
modulation (AM) used in radio Other books in this series include Think
Stats and Think Bayes, also by Allen Downey.

Digital Signal Processing Using the ARM Cortex M4 Pearson
Education India

Contains intermediate and advanced projects, organized for "in-lab"
studies, with a user-oriented perspective to supplement basic
manufacturer manuals. A disk containing sample problems is
included. Annotation copyrighted by Book News, Inc., Portland,
OR

Signals and Systems Using MATLAB Springer Science & Business Media

DSP FirstPearson

Digital Signal Processing Laboratory Using MATLAB Springer Nature

Now readers can focus on the development, implementation, and application of
modern DSP techniques with the new DIGITAL SIGNAL PROCESSING
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USING MATLAB, 3E. Written using an engaging informal style, this edition
inspires readers to become actively involved with each topic. Every chapter starts
with a motivational section that highlights practical examples and challenges that
readers can solve using techniques covered in the chapter. Each chapter
concludes with a detailed case study example, chapter summary, and a generous
selection of practical problems cross-referenced to sections within the chapter.
Important Notice: Media content referenced within the product description or
the product text may not be available in the ebook version.

Digital Signal Processing First, Global Edition CRC Press

This supplement to any standard DSP text is one of the first books to
successfully integrate the use of MATLAB in the study of DSP
concepts. In this book, MATLAB is used as a computing tool to
explore traditional DSP topics, and solve problems to gain insight.
This greatly expands the range and complexity of problems that
students can effectively study in the course. Since DSP applications
are primarily algorithms implemented on a DSP processor or
software, a fair amount of programming is required. Using
interactive software such as MATLAB makes it possible to place
more emphasis on learning new and difficult concepts than on
programming algorithms. Interesting practical examples are
discussed and useful problems are explored. This updated second
edition includes new homework problems and revises the scripts in
the book, available functions, and m-files to MATLAB V7.
Important Notice: Media content referenced within the product
description or the product text may not be available in the ebook
version.
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